


AEQ PHOENIX STUDIO
Multi-function rackmounted stationary codec designed to receive communications from the PHOENIX MOBILE codec or other compatible IP 

codecs.  Its optional communications modules enable compatibility with different types of codecs.  It has controls that are very easy to use 

and alternate software for occasions when many units need to be used or configured.

Application scenarios 
and modes

A connection can be made to a PHOENIX MOBILE or any other com-

patible third-party equipment over IP circuits or through other IP capable 

data circuits such as WiFi, 3G, and some satellite phones.

 

A connection can be made, from a correspondent of a stationary IP 

codec, to another PHOENIX STUDIO, to an AEQ COURSE IP, or to any 

other compatible third-party equipment over IP circuits or through other 

IP capable data circuits, to establish IP links with other production centers 

or broadcasting centers.

By incorporating an optional PGA-01 communications 

terminal module (CODEC POTS & DIGITAL HYBRID), a 

connection can be made, in POTS codec mode, to a 

PHOENIX MOBILE, and in telephone hybrid mode, to any 

telephone or telephone hybrid.  In the latter case, the 

frequency extension option can be used with the following 

AEQ equipment: PHOENIX, COURSE HYBRID, SWING, 

MPAC- 02, TLE-O2D, TL-02 and TH-02.

By incorporating and utilising a PGA-03 (ISDN) or PGA-04 

(X.21 / V.35) communications terminal module, it is 

possible to connect to practically all the ISDN or X21 / V35 

codecs, respectively, on the market.

Two multifunction screens displaying the simple, intuitive configuration and operating menus, the information on 
the connection status and the VU meters that indicate the incoming and outgoing audio levels.  

Keys associated 
with the screen Menu browser

Numeric 
keypad

Keys associated 
with the screen

Headphone output and 
volume control 

IEC network connector, fuse 
and power switch

USB connector for 
configuration and control

Two slots for optional 
communications terminals

DB9 connector 
with 2 GPIs and 2 

GPOs

L & R analog 
audio outputs

L & R analog 
audio inputs

Ethernet port for IP network access and auxiliary 
data channel

DB15 connector for AES EBU digital 
stereo input and output 

Analog audio connectors



AEQ PHOENIX MOBILE 
Light and compact multi-function portable codec.

It links to other compatible IP codecs as a standard feature.  It also 

links, utlising the optional communication modules, over POTS 

lines, GSM, ISDN, X.21/V.35, satellite, 3G or any type of line or 

communication protocol that may be commonplace in the future.

Features user-friendly configuration presets that makes the 

PHOENIX ready to work on power-up.

Once a connection is made, the unit only allows access to the 

audio mixing controls, which prevents accidental user interruption.

Application scenarios 
and modes
You can connect to a PHOENIX STUDIO, AEQ COURSE IP, or to any 

other compatible IP equipment or through other data circuits that 

can be converted to IP, such as WiFi, 3G telephony and some 

satellite phones.

By incorporating a PGA-01 communications terminal (CODEC POTS 

& DIGITAL HYBRID), a connection can be made, in POTS codec 

mode, to a PHOENIX STUDIO, and in telephone hybrid mode, to 

any telephone or telephone hybrid. In the latter case, the frequency 

extension option can be used with AEQ PHOENIX, COURSE 

HYBRID, SWING, MPAC 02, TLE O2D, TL02 and TH02 equipment.

By incorporating a PGA-02 (GSM) communications terminal 

module, it is possible to connect to any telephone through GSM, or 

to a PHOENIX STUDIO equipped with a PGA-01 or PGA-03 

communications terminal module.

By incorporating a PGA-03 (ISDN) or PGA-04 (X.21 / V.35) 

communications terminal, it is possible to connect to practically all 

the ISDN or X21 / V35 audio codecs on the market. 

Semi–transparent protective cover

Large graphic colour multifunction screen displaying the simple, intuitive configuration 
and operating menus, the information on the connection status and the VU meters 
that indicate the incoming and outgoing audio levels. 

Numeric keypad

Function and routing keys

Communications status LEDs

Browser for using the menus and answering and calls immediately on 
and off-hook

Input channel mixing controls, headphone volume control and 
channel activation keys

Front panel with audio connectors: 3 female XLR connectors for mic and mic / line 
audio inputs. Also a 5-pin XLR female connector for the auxiliary input and output 
and two ¼” jacks for the headphone outputs. 

Back panel with a USB for configuration, an Ethernet port for IP network 
access and auxiliary data channel, and a DB9 with 2 GPIs and 2 GPOs.  
Power supply using  mini XLR.  Additionally, two slots are for optional 
communications modules


